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DIRECT OVER-SAMPLED PULSE SHAPING
CIRCUIT WITH FLIP FLOPS AND LUT

TECHNICAL FIELD

The present disclosure is generally related to telecommu-
nications and, more particularly, is related to digital base-
band transmitters.

BACKGROUND

Data transmission systems that operate in a bandwidth-
limited environment contend with the fact that constraining
the bandwidth of the transmitted signal increases the like-
lihood of a decoding error at the receiver due to inter-symbol
interference (ISI). Single-carrier communication systems
often employ pulse-shaping techniques that allow for band-
width containment while minimizing the likelihood of errors
at the receiver.

In many data transmission applications, the transmitted
signal is restricted to a certain bandwidth due to system
design constraints or due to government regulation. Pulse
shaping is a spectral processing technique by which frac-
tional out of band power is reduced for efficient, reliable,
single-carrier communication. Pulse shaping filters reduce
ISI and Adjacent Channel Interference (ACI). The design
and analysis of a transmit pulse shaping filter is an important
aspect of digital wireless communication since it has a direct
effect on spectral emissions and ISIL.

Wireless communication systems, such as Wireless LAN,
contend with impairments such as multipath propagation
and channel fading. Multi-carrier modulation schemes, such
as Orthogonal Frequency Division Multiplexing (OFDM) as
employed in IEEE 802.11g/n achieve high spectral effi-
ciency for moderate to high signal to noise ratios (SNRs)
over such channels. However, many wireless systems still
support more rudimentary single-carrier modulation modes
for basic low data rate, low SNR (thus, high range) connec-
tivity. In order to tackle the problems of multi-path and
fading, single-carrier modulation may be coupled with a
spread-spectrum technique such as the Direct Sequence
Spread Spectrum (DSSS) scheme used in the IEEE 802.11b/
g/mn WLAN standard.

A square-root raised cosine (RRC) filter, for example,
may be used as a typical pulse-shaping filter to conform to
the spectral mask requirements of the IEEE 802.11b stan-
dard. Implementation of the pulse shaping filter after Barker
encoding (the DSSS spreading used in the IEEE 802.11b
standard) the data symbol stream and any subsequent re-
sampling/up-sampling are power hungry computations in
the digital transmitter baseband.

The saturation power (P,,,) requirement of the Power
Amplifier (PA) is another factor affecting the power con-
sumption of a transmitter. The PA amplifies a frequency
up-converted base-band signal for transmission using an
antenna. Typically, the PA is the most power-hungry block
in the transmitter sub-system, and the power consumption of
the PA directly increases as the desired P_,, increases. The
P,,, requirement of the PA for a particular modulation mode
is in turn driven by two factors: the targeted maximum
transmit power (P,,,.), and the Peak-to-Average Ratio (PAR)
of the base-band signal being modulated. Typically, an
equation of the following form holds:

P, =P, 0t PAR+Margin

The overall P,,, requirement for the system may be
determined by the maximum of the requirements from each

10

30

35

40

45

55

65

2

modulation mode, and typically in 802.11b WLAN, the P,
requirement from the single carrier modulation modes domi-
nates. This implies that one way of reducing the required P, ,,
(and hence the PA power) for a given P,, .., is to reduce the
PAR of the baseband signal. Techniques to lower the power
consumption and minimize the PAR ofthese operations may
be used to solve heretofore unaddressed needs with previous
solutions.

SUMMARY

Example embodiments of the present disclosure provide
systems of direct oversampled pulse shaping. Briefly
described, in architecture, one example embodiment of the
system, among others, can be implemented as follows: a
pulse shaper configured to receive a modulated data symbol
stream and to apply a direct over-sampled pulse shaping
scheme encapsulating Direct Sequence Spread Spectrum
(DSSS) spreading, using a lookup table (LUT), to the data
symbol stream to produce an oversampled baseband signal
at a desired sampling rate; and a transmitter configured to
transmit the oversampled baseband signal.

Embodiments of the present disclosure can also be viewed
as providing methods for direct oversampled pulse shaping.
In this regard, one embodiment of such a method, among
others, can be broadly summarized by the following steps:
receiving a data symbol stream; applying a direct over-
sampled pulse shaping scheme encapsulating Direct
Sequence Spread Spectrum (DSSS) spreading, using a
lookup table (LUT), to the data symbol stream to produce an
oversampled baseband signal at a desired sampling rate; and
transmitting the oversampled baseband signal.

BRIEF DESCRIPTION OF THE DRAWINGS

FIG. 1 is a block diagram of a typical IEEE 802.11 digital
transmitter for DSSS (1 Mbps and 2 Mbps) modes.

FIG. 2 is a signal diagram of an example data stream
processed through DSSS spreading and pulse-shaping tech-
niques in the typical digital transmitter of FIG. 1.

FIG. 3 is a block diagram of an example embodiment of
a system of direct oversampled pulse shaping in an IEEE
802.11b digital transmitter.

FIG. 4 is a block diagram of an example embodiment of
the direct oversampled pulse shaping block of FIG. 3 in
which the desired sampling rate of the pulse shaped stream
is related to the data symbol rate (baud rate) by an integer
scale-factor.

FIG. 5 is a block diagram of an alternative example
embodiment of the direct oversampled pulse shaping block
of FIG. 3 in which the desired sampling rate of the pulse
shaped stream is related to the data symbol rate (baud rate)
by a rational, non-integer scale-factor.

FIG. 6 is a signal diagram of a PAR of an example
baseband signal for various weighting factor values.

FIG. 7 is a signal diagram of the Error Vector Magnitude
(EVM) of an example signal in the presence of typical RRC
filtering for various weighting factor values.

FIG. 8 is a signal diagram of the output spectrum of an
example signal using a low PAR pulse shape.

FIG. 9 is a flow diagram of an example embodiment of a
method of low PAR direct oversampled pulse shaping.

DETAILED DESCRIPTION

Embodiments of the present disclosure will be described
more fully hereinafter with reference to the accompanying
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drawings in which like numerals represent like elements
throughout the several figures, and in which example
embodiments are shown. Embodiments of the claims may,
however, be embodied in many different forms and should
not be construed as limited to the embodiments set forth
herein. The examples set forth herein are non-limiting
examples and are merely examples among other possible
examples. Specifically, the IEEE 802.11b system is used
throughout merely as an example, and the ideas presented
are applicable to other single carrier systems as well.

As provided in FIG. 1, in typical example IEEE 802.11b
WLAN transmitter system 100, a data bit stream is received
by constellation mapper 110, which produces a data stream
symbol. The data symbol stream is fed to Barker encoder
130 at a symbol rate of 1 mega samples per second (Msps).
Barker encoder 130 performs DSSS spreading on the data
symbol stream with, typically, an 11 chip Barker code such
that the signal power is spread over a wider bandwidth. The
output of the Barker encoder is then sent to pulse shaping
filter 140 and re-sampler/up-sampler 150. The output of
re-sampler/up-sampler 150 is typically pre-distorted by pre-
distortion block 160 before being converted to an analog
waveform by Digital-to-Analog Converter (DAC) 170. The
output of DAC 170 is low-pass filtered by LPF 180, up-
converted to the appropriate frequency band by mixer 190,
and amplified by Power Amplifier (PA) 195 for transmission
through an antenna.

Pulse shape filter 140 and re-sampler/up-sampler 150 are
some of the last few stages before DAC 170 and, therefore,
the data rates through these blocks are relatively high.
Programmable FIR filters are typically employed for pulse
shaping and re-sampling/up-sampling to enable flexibility in
EVM and spectral mask compliance. These filters are power
hungry at these high data rates. Power reduction of these
blocks would lead to a significant reduction of the overall
power of the transmitter.

Example embodiments of the systems and methods of
direct oversampled pulse shaping disclosed herein exploit,
as shown in FIG. 2, the fact that net DSSS spread, pulse-
shaped output waveform 250 is determined directly by data
symbol stream 210 and the per-symbol pulse shape obtained
by pre-convolving the desired per-chip pulse-shape with the
chip sequence of spreading code 220. A typical design of the
per-chip pulse-shaping filter spans 7 to 9 chip periods. As
such, even with inter-data-symbol overlap taken into
account, there are a small number of time domain wave-
forms to choose from for any particular data-symbol win-
dow 221 in the overall waveform as shown with signals 240
and 250.

The Barker sequence is defined in the IEEE 802.11b
standard as a known 11-chip pattern, and, for a given choice
of'the pulse shape (left to the designer), the Barker sequence,
convolved with the pulse shape, is also deterministic. The
overall convolved pulse-shape may be present either as a
positive or a negative version for each data symbol period,
depending on the data in the data symbol stream, as shown
with signal 240.

As an example, in an 802.11b direct spread spectrum
(DSSS) 1 Mbps mode, the pulse-shaped output waveform
pattern in any 1 ps data symbol window 225a-225¢ may be
one of eight possibilities if overlap region 224 between the
per-symbol pulse-shapes across data symbol windows is
limited, for any particular data symbol window 221, to the
immediately preceding (previous) and immediately follow-
ing (next) data symbol windows as shown with signal 240.
The 2 Mbps mode is similar, but with the In-phase (I) and
Quadrature (Q) data symbol streams treated in parallel. For
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4

simplicity of presentation, only the I-arm signal chain will
be described in detail in the following paragraphs.
Mathematically, let p.(t) denote the centered impulse
response of the chosen pulse shape to be used on the DSSS
encoded chip stream, with a chipping time period T.. In
IEEE 802.11b, p(t) is left unspecified, and the chipping rate,
1/T, is specified to be 11 MHz, so that the chipping period
is T_=1/11 ps. Let b(1), -L=1<L, denote the centered (2L+
1)-chip spreading code sequence. In IEEE 802.11b, =5 and
[b(=5),b(=4),...,b(0),...,b(4),b(5)] is the 11-chip Barker
sequence. The per-data-symbol centered pulse-shape, p(t)
may be defined as the convolved version of the spreading
sequence b(1) with the per-chip pulse shape p_(t):

L

P =" bbp(t—IT.)

=-L

The data symbol period T, ,,; is an integer multiple of the
chipping period T_, with their ratio being the length of the
spreading code. In IEEE 802.11b, T, ,,,/~1 us while T _=1/11
ps. The inverse of the data symbol period, 1/T,,,, ., is also
referred to as the Baud rate or symbol rate, and in IEEE
802.11b, this equals F,,,~1/T,,,.~1 MHz.

With this definition, the pulse-shaped output waveform
for a data symbol sequence d(n) is given by the expression:

oo

sw=y dmp,[i-

n=—oo

Tbgud ) - ”Tbaud)

For typical choices of p (t) and typical spreading codes b(1),
the span of the per-data-symbol pulse shape p (t) may be a
few data symbol periods. That is, it is reasonable to expect:
that

T
b;”d) =0 outside — PTyoy =< 7 < (P+ DTy

-

where P is a small positive integer value, such as 1. If this
constraint is satisfied, the output waveform s(t) in the nth
data symbol duration window nT, ,,<t<(n+1) T, ., may be
determined by the per-symbol pulse shape p (t) and the 2P+1
data symbol values d(n-P), d(n-P+1), . . ., d(n), . . .
d(n+P-1) and d(n+P). For ease of presentation, the specific
typical case of P=1 will be described in detail in the
following paragraphs, without implying any restrictions.

For the specific typical case of P=1, the output waveform
in any data symbol duration may depend on three data
symbols, namely, the previous, current and next data sym-
bols d(n-1), d(n) and d(n+1) respectively, and therefore, for
binary data symbols d(n)=x1, there are eight waveform
patterns to choose from for any particular data symbol
duration, for a given py(t) (which is, in turn, uniquely
specified by a specific choice of p_(t) and the spreading code
b(1)).

Four of these eight waveform patterns correspond to four
possible data symbol sequences of the form {previous,
current, next} where current=+1 (positive) and previous and
next are either +1 or —1. These four sequences may be
referred to as current-positive sequences, and the corre-
sponding waveforms in the current symbol duration window
may be referred to as current-positive waveforms. Specifi-
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cally, with X=+1 (previous) and Y=x1 (next), the four
possible current-positive waveforms may be:

X *px([— # + Tbaud) + px(l‘— Tb;"d)+

wxy(D) = Toaua L0 <1< Thaua

Y*px(t—

0, elsewhere

- Tbaud)

where each of the four current-positive waveforms (occur-
ring in one of 225a-225¢ of FIG. 2) has a time span of one
data symbol duration equal to T, ,, .

The remaining four patterns correspond to negatives of
these symbol sequences: {-previous, current, —next} where
current=—1 (negative) and previous and next are either —1 or
+1. These four sequences may be referred to as current-
negative sequences and the corresponding waveforms in the
current symbol duration window may be referred to as
current-negative waveforms. Example current-positive and
current-negative waveforms are shown in signal 250 of FIG.
2.

In an example embodiment of the disclosed systems and
methods, when the desired sampling rate of the pulse shaped
signal F_ is an integer multiple of the baud rate F,,,, the
four current-positive waveform samples are pre-computed
and stored at the desired sampling rate in a lookup table
TuD.

For instance, if F=RF,, ~Ra,,. ., the following four
R-length sampled current-positive waveforms may be stored
in the LUT (with X=%1 (previous) and Y=+1 (next) as
before):

vxylm] = ny(%) = WXY(%Tbaud)a 0=m<R

Each of the four current-negative waveform patterns for
the four current-negative data symbol sequences may be
obtained by negating a corresponding waveform of a cor-
responding current-positive data symbol sequence. Specifi-
cally, the current-negative waveform for the current negative
sequence {1, -1, 1} may be obtained by negating the
current-positive waveform for the corresponding negated
current-positive sequence {-1, 1, -1}.

Since the eight possible waveforms for any given data
symbol window are available either as a direct look-up or a
look-up followed by negation, the filter and re-sampler/up-
sampler blocks of FIG. 1 are thereby obviated in FIG. 3, by
directly storing and using the current-positive waveforms at
an over-sampled rate, such as F =80 Msps, in an example
implementation. Example embodiments of the systems and
methods disclosed herein implement a programmable LUT
based direct pulse shaping, implementing a negation func-
tion when the current data symbol is negative.

In disclosed example embodiments, as shown in FIG. 3,
direct, oversampled pulse shaping that encapsulates the
DSSS spreading, pulse shaping filter and re-sampler may be
enabled for the 1 and 2 Mbps 802.11b rates, in an example
non-limiting implementation. The 5.5 and 11 Mbps 802.11
rates employ CCK encoding and result in a nearly random
stream at 11 Mbps, with no patterns exploitable for low-
complexity direct pulse-shaping.

In this example, even though there are eight possible wave
forms for any data symbol duration, four of the possible
wave forms are negative versions of the other four wave
forms in that data symbol period. So, the waveform corre-
sponding to {1, -1, 1} would just be the negative version of
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the waveform corresponding to {-1, 1, =1}. Allowing for an
overall negation, only the four possible current-positive
waveforms are stored. Additionally, there is also typically an
overlap-free middle region (such as overlap free region 222)
in each data symbol duration as can be seen in per-symbol
pulse stream 240 in FIG. 2. The waveform in this middle
region is only determined by the current data symbol value.
This fact may also be exploited in optimizing the storage of
the four possible current-positive waveforms by only storing
one version for the middle region, and keeping two versions
for each of the two edge (overlap) regions. Two versions are
stored for each of the two edge regions because the wave-
form in each such region (left and right overlap regions 224)
is determined by two data symbols each: the previous and
the current data symbols for the left overlap region, and the
current and the next data symbols for the right overlap
region.

In example embodiments of the systems and methods of
direct oversampled pulse shaping disclosed herein, a data
symbol stream that is received at 1 Msps may be directly
referenced against a lookup table based structure that encap-
sulates Barker encoding and pulse shaping, and directly
produces samples at a desired output rate. The lookup table
in 802.11b may have just four entries. These look up table
entries may be directly available at an output sampling rate
of' 80 Msps, as a non-limiting example. In this example, each
entry in the lookup table is an 80-sample waveform.

In an example implementation, the output sampling rate
F, is an integer multiple of the input data symbol (baud) rate
F, .- The value of the previous data symbol, current data
symbol, and the next data symbol formulate one of the four
entries or the negative version of one of the four entries
leading to no computation other than the negation function.
FIG. 4 provides an example embodiment of a direct over-
sampled pulse shaping circuit for a 1 Msps data symbol
stream, with flip flop 416 passing the previous symbol and
its negated version to multiplexer (MUX) 432, and flip flop
412 passing the next symbol and its negated version to MUX
430, with the MUX outputs being passed to LUT 418.
Multiplexers 430 and 432 select the negative versions of
their respective inputs when the current symbol passed from
flip flop 414 is negative. Flip flop 414 also passes the current
symbol as the sign bit to MUX 424. The appropriate
waveform is sent from LUT 418 to MUX 424 along with the
negative waveform after being negated by negate block 422.
MUX 424 selects the appropriate waveform from the posi-
tive and negative waveforms based on the current symbol
passed from flip flop 414.

In an alternative embodiment, output sampling rate F_ is
not an integer multiple of the data symbol (baud) rate F, ,,,,
but is a rational multiple of the data symbol (baud) rate:
F =R/M)F,,,.; with (RIM)>1. (R/M) is the rational number
represented with no common factors between R and M, that
is gcd(R, M)=1, where gcd is the Greatest Common Divisor.
Under this condition,

Fs R ro.
:—:Q+Mw1th0<r<Mandgcd(r,M):1

Foaua M

In an example, with F, ,~1/T,  ~1 MHz, and F =80.7
MHz,

7
=80+ —==0+

=80.7= I

Foaud
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For the n=0th data symbol window, without loss of
generality, the following four sampled versions of the four
current-positive waveforms are stored:

Vy[m] = wxy(g) = ny(%Tbaud), Osm=Q

Using the modulo operator notation for integers, a mod
b=r denotes the non-negative integer remainder r obtained
when integer a is divided by integer b. Note that with this
definition, when r=a mod b, O=<r<b. Thus, for example, O
mod 7=0, 12 mod 9=3, and -13 mod 5=2.

For the n=l1st data symbol window, since the symbol
period T, ,,,1s not an integer multiple of the sampling period
T=1/F,, the following “sampling phase offset” sampled
versions of the four current-positive waveforms are chosen
from:

(—rmodM ] 1

m —

(=r)modM + mM
7 WXY((i]Tbaud]a

Viylm] = ny(( R

m

+ —|=
Fs

0 <m < Mpgy

Here, m,,,. is Q-1 or Q, and is determined by using all
samples from a time window corresponding to one data
sample duration, which is equivalent to the inequality

(—rmodM + Mm e,
(71? ) <1,

which may be used to arrive at

M +r = ((—r)modM
Mopax = ﬂoo{Q -1+ ?]
where floor(x) is the greatest integer smaller than or equal to
X.
In general, for the nth data symbol window, define p=n
mod M, so that Osp<M. Then, for the nth data symbol
window, the pth set of “sampling phase offset” sampled
versions of the four current-positive waveforms, defined as
below, would be:

Viy[m]l =w ((7(_pr)mOdM]i + ﬁ) =
xylm] =wxy I AN
(( (—prymodM +mM
wyy|| ————

7 ]Tbaud]a 0 =m = My (p)

Here, m,,,.(p) is Q-1 or Q, and is determined by using all
samples from a time window corresponding to one data
sample duration, which is equivalent to the inequality

( (- pr)modMR+ M e (p) ] <1

which may be used to arrive at the following equation for

mmax(p):

M = oo 0= 1+ W)

M

The fact that ged(r, M)=1 ensures that for O=p<M, (-pr) mod
M covers each of the M values 0, 1, 2, . .., M-1, in a specific
permuted order depending on r and M. The r values of p
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result in m,,, (p)=Q, and the remaining M-r values of p
result in m,,, (p)=Q-1. Thus, there are exactly r sampling
phases resulting in sampled waveforms of length Q+1, and
the remaining M-r sampling phases result in sampled wave-
forms of length Q; and overall, an average oversampling
ratio of Q+r/M across the M sampling phases is achieved.

Thus, in order to perform direct over-sampled pulse-
shaping when there is a non-integer (but rational) relation-
ship between the data symbol (baud) rate and the desired
sampling rate, M sampling phase versions of the sampled
waveforms, {v,#[m]}, "=}, p=0,1,2, ... M-1, of the
four candidate current-positive waveforms, each of length Q
or Q+1 (depending on p and M) are stored. For any given
data symbol window, the appropriate sampling phase ver-
sion is chosen, as well as the appropriate current-positive
waveform (based on the previous, current and next data
symbols), and, optionally, a negation is performed based on
the value of the current data symbol.

As shown in FIG. 5, a factor M, related to the ratio of the
desired output sampling rate F_ to the data symbol (baud)
rate F,,, , represents the number of possible sampling phases
for each candidate waveform in any data symbol window.
Since the ratio of the output rate to the input rate is not an
integer, multiple phases of each of the candidate waveforms
are stored and modular counter 519 is also used to address
LUT 518. Flip flop 516 passes the previous symbol and its
negated version to MUX 532 and flip flop 512 passes the
next symbol and its negated version to MUX 530 with the
multiplexer outputs being passed to LUT 518. MUXes 530
and 532 select the negative versions of their respective
inputs when the current symbol passed from flip flop 514 is
negative. Flip flop 514 also passes the current symbol as the
sign bit to MUX 524. The output of MOD M counter 519
selects the sampling phase of the waveform from LUT 518
with 4xM entries (4 possible current-positive waveforms
sampled at M possible sampling phases). The appropriate
waveform is sent from LUT 518 to MUX 524 along with the
negative waveform after being negated by negate block 522.
MUX 524 selects the appropriate waveform from the posi-
tive and negative waveforms based on the current data
symbol passed from flip flop 514.

In a typical transmitter, the power consumption is domi-
nated by the power amplifier (PA) saturation power (Psat)
requirements. For example, reducing just 1 dB in the PA Psat
requirement may reduce the overall transmit power con-
sumption by as much as 20%. In turn, the P, requirement
of'the PA is driven by the peak-to-average power ratio (PAR)
of the modulated base-band signal, which is a strong func-
tion of the pulse shape employed. A low PAR pulse shape
which reduces the PAR of the modulated baseband signal,
and thus the PA Psat requirement, is disclosed. The disclosed
low PAR pulse shape may be used with direct over-sampled
pulse-shaping by choosing p_(t) to generate the low PAR
pulse shape, by storing the appropriate waveforms into the
LUT.

In typical IEEE 802.11b and other single carrier systems,
a root raised cosine (RRC) pulse shaping filter has typically
been used to shape the output spectrum. The impulse
response of the RRC pulse may be given by

cos((l +T0z)7rt] N Si“[(1 ;_;:;)m]
(-(5))
T

T
where o is the roll-off factor and T is the pulsing period,
which, in a system employing DSSS spreading (such as

Precll) =

Ao
T
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802.11b), is the chipping period T.. The roll-off factor a
takes values between 0 and 1 and controls the spectral
response of the filter in the frequency domain. The band-
width of the filter in the frequency domain is in the order of
(14a)/T. Choosing higher values of o implies occupying
higher bandwidth.

Typically, in single carrier communication systems, an
RRC pulse shape is chosen at the transmitter so that an RRC
pulse shape at the receiver forms a matched filter to it. The
RRC pulse does not have zero inter-symbol interference
(ISD) by itself, so it will degrade the SNR (and equivalently,
error vector magnitude (EVM)) due to interference from
past and future symbols at the transmitter. However, when
the RRC pulse at the transmitter is matched with another
RRC with the same roll off factor at the receiver, an ISI
system is formed leading to maximization of the SNR for
decoding.

The PAR of the RRC pulse shape determines the PAR of
the 802.11b signal. For example, the PAR of an 802.11b
signal due to RRC pulse shaping may typically be 3.2 dB.
For a linear PA, or an effectively linearized PA (in which
digital pre-distortion (DPD) is used, if needed, to linearize
the PA), the maximum 802.11b output power P, is kept 4
dB lower than the Psat in order to meet the transmitter
emission mask if an RRC pulse shape is used. This 4 dB
back-off from Psat is directly related to the PAR of the pulse
shape. If lower PAR pulse shapes can be found, this back-off
can be reduced.

In OFDM signals, clipping the signal above a particular
PAR is effective because the instantaneous peak is rarely
reached and the probability of instantaneous signal power
being in the range of (PAR-2 dB) and PAR is <1%. However,
in single carrier systems such as 802.11b, since the PAR is
only 3.2 dB, the probability of instantaneous signal power
being in the range of (PAR-1 dB) to PAR is approximately
10% and clipping the signal to reduce the PAR degrades the
transmission spectrum significantly. Clipping to reduce PAR
by even 1 dB causes significant distortion to the signal,
which violates IEEE transmission mask and EVM require-
ments.

Example embodiments of a low PAR pulse shaping filter
are disclosed which reduce the peak-to-average ratio (PAR)
of the transmitted 802.11b signal by 1.5 dB, which translates
to ~25% savings in power consumption due to 1.5 dB
reduction in Psat requirement for the 802.11b transmitter.
Alternately, for a given Psat, with this new scheme, 1.5 dB
higher output power can be transmitted for 802.11b signals,
thus increasing the range of the network. With the example
embodiments, the 802.11b signals comply with the IEEE
spectral emission mask and EVM requirements. This low
PAR pulse-shape may be used in other single carrier systems
as well, for similar benefits and no restriction is implied by
the presentation herein, which focuses on the specific
example of 802.11b for simplicity of exposition.

For an RRC pulse, the PAR of the signal is greater than
or equal to 3.2 dB for any roll-off factor. Another typical
pulse shape that may be used in single carrier systems is the
raised cosine (RC) filter. The frequency response of the RRC
is the square root of the frequency response of the RC filter,
hence the name. The impulse response of the RC filter is

B 4a212

7 (-]
where « is the roll-off factor and has the same significance
as in the RRC filter. An important property of the RC filter

is that it causes no ISI in the signal. Choosing this pulse will
always result in better EVM performance at the transmitter
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due to no ISI. However, there may be slight EVM degra-
dation at the receiver depending on the receive filter
employed.

The PAR with RC pulse shows a significant change as a
function of roll-oft factor. An RRC pulse has a PAR of
greater than or equal to 3 dB for any roll-off factor. However,
a combination of RC and RRC may achieve lower PARs. A
pulse shape generated as a weighted combination of RC and
RRC pulses has slightly lower PAR than the RC pulse itself.

Let p,.(t) denote an RC pulse, p,,.(t) denote an RRC
pulse, and o denote the roll-off factors. The disclosed pulse
shape, obtained as a linear combination of RC and RRC,
may be given by

PO D+(1=P)*ppro(t)
A choice of $=0.7 for a,.=c,, =1 for both the RRC and RC

pulse shapes provides the lowest PAR of 1.67 dB as shown
in FIG. 6. In the disclosed pulse shape, the RC filter has
higher weighting than the RRC pulse. The disclosed pulse
shape provides very good EVM due to no ISI. The minimum
PAR is achieved at area 610.

The transmission output spectrum with the disclosed
pulse shape meets the IEEE mask and also achieves higher
output power for the same P,,, as shown in FIG. 8. The
WLAN 802.11b spectral mask specification is given a 2 dB
margin. With the low PAR pulse-shape filter of the disclosed
example embodiments, the specification is met by signal
810, with as little as 2.6 dB gap between output power and
Psat'

FIG. 7 shows the net EVM performance of the proposed
pulse shape when an “unmatched” receive filter is used,
which might typically be an RRC pulse shape of any roll-off
factor. In all cases, IEEE WLAN EVM specification for
802.11b DSSS modes 710 is met with margin 720. EVM 730
results from using the disclosed pulse shape at the transmit-
ter for various typical receive-side filters (RRC filters with
different roll-offs).

Example embodiments of the systems and methods of
direct over-sampled pulse shaping disclosed herein offer
significant power savings over previous methods. In an
example implementation, for example, an 8x power reduc-
tion may be achieved. Where a system based on a previously
existing filter/re-sampler implementation may consume 2.6
mA at 1.2V, a system using the LUT based implementation
disclosed herein may consume 0.3 mA at 1.2V.

FIG. 9 provides an example embodiment of method 900
of direct over sampled low PAR pulse shaping. In block 910,
a data stream is received and is sent for modulation in block
920. In block 930, the modulated data symbol stream is
received and a low PAR direct pulse shaping scheme is
applied to the modulated data symbol stream. In block 940,
the pulse shaped stream is frequency up-converted and
transmitted.

The flow chart of FIG. 9 shows the architecture, func-
tionality, and operation of a possible implementation of the
pulse shaping. In this regard, each block represents a mod-
ule, segment, or portion of code, which comprises one or
more executable instructions for implementing the specified
logical function(s). It should also be noted that in some
alternative implementations, the functions noted in the
blocks may occur out of the order noted in FIG. 9. For
example, two blocks shown in succession in FIG. 9 may in
fact be executed substantially concurrently or the blocks
may sometimes be executed in the reverse order, depending
upon the functionality involved. Any process descriptions or
blocks in flow charts should be understood as representing
modules, segments, or portions of code which include one or
more executable instructions for implementing specific logi-
cal functions or steps in the process, and alternate imple-
mentations are included within the scope of the example
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embodiments in which functions may be executed out of
order from that shown or discussed, including substantially
concurrently or in reverse order, depending on the function-
ality involved. In addition, the process descriptions or blocks
in flow charts should be understood as representing deci-
sions made by a hardware structure such as a state machine.

The logic of the example embodiment(s) can be imple-
mented in hardware, software, firmware, or a combination
thereof. In example embodiments, the logic is implemented
in software or firmware that is stored in a memory and that
is executed by a suitable instruction execution system. If
implemented in hardware, as in an alternative embodiment,
the logic can be implemented with any or a combination of
the following technologies, which are all well known in the
art: a discrete logic circuit(s) having logic gates for imple-
menting logic functions upon data signals, an application
specific integrated circuit (ASIC) having appropriate com-
binational logic gates, a programmable gate array(s) (PGA),
a field programmable gate array (FPGA), etc. In addition,
the scope of the present disclosure includes embodying the
functionality of the example embodiments disclosed herein
in logic embodied in hardware or software-configured medi-
ums.

Software embodiments, which comprise an ordered list-
ing of executable instructions for implementing logical
functions, can be embodied in any computer-readable
medium for use by or in connection with an instruction
execution system, apparatus, or device, such as a computer-
based system, processor-containing system, or other system
that can fetch the instructions from the instruction execution
system, apparatus, or device and execute the instructions. In
the context of this document, a “computer-readable
medium” can be any means that can contain, store, or
communicate the program for use by or in connection with
the instruction execution system, apparatus, or device. The
computer readable medium can be, for example but not
limited to, an electronic, magnetic, optical, electromagnetic,
infrared, or semiconductor system, apparatus, or device.
More specific examples (a nonexhaustive list) of the com-
puter-readable medium would include the following: a por-
table computer diskette (magnetic), a random access
memory (RAM) (electronic), a read-only memory (ROM)
(electronic), an erasable programmable read-only memory
(EPROM or Flash memory) (electronic), and a portable
compact disc read-only memory (CDROM) (optical). In
addition, the scope of the present disclosure includes
embodying the functionality of the example embodiments of
the present disclosure in logic embodied in hardware or
software-configured mediums.

Although the present invention has been described in
detail, it should be understood that various changes, substi-
tutions and alterations can be made thereto without depart-
ing from the spirit and scope of the invention as defined by
the appended claims.
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Therefore, at least the following is claimed:

1. A system comprising:

a pulse shaper configured to receive a modulated data
symbol stream and to apply direct over-sampled pulse
shaping encapsulating Direct Sequence Spread Spec-
trum (DSSS) spreading, using a lookup table (LUT), to
the data symbol stream to produce an oversampled
baseband signal at a desired sampling rate, the pulse
shaper including a plurality of flip flops configured to
access the LUT,

a first flip flop of the plurality of flip flops configured to
access the LUT corresponding to a next data symbol of
a three symbol sequence of the data symbol stream,

a second flip flop of the plurality of flip flops configured
to access the LUT corresponding to a previous data
symbol of a three symbol sequence of the data symbol
stream, and

a third flip flop of the plurality of flip flops configured to
access the LUT for a current data symbol of a three
symbol sequence of the data symbol stream and to
select the output of the LUT or the negative of the
output of the LUT; and

a transmitter configured to transmit the oversampled
baseband signal.

2. The system of claim 1, wherein the pulse shaper is

configured to:

present the direct over-sampled pulse shaping from the
LUT at an oversampling rate of an integer multiple of
an input symbol rate; or

if a desired output sampling rate of the direct oversampled
pulse shaping scheme is a rational non-integer multiple
of an input symbol rate, access the LUT with a modulo
M counter, where M is related to a ratio of the desired
oversampled output rate and the input symbol rate.

3. A direct over-sampled pulse shaping circuit for a data

symbol stream comprising:

(a) a first flip flop passing a previous symbol and a
negated version of the previous symbol to a first
multiplexer that has a control input and an output;

(b) a second flip flop passing a next symbol and a negated
version of the next symbol to a second multiplexer that
has a control input and an output;

(c) a look up table circuit having inputs connected to the
outputs of the multiplexers and passing a waveform
output and a negated version of the waveform output to
a third multiplexer that has a control input;

(d) a third flip flop passing a current symbol and having
a control output connected to the control inputs of the
first and second multiplexers, the third flip flop select-
ing the negated versions of the previous symbol and the
next symbol when the current symbol passed from the
third flip flop is negative, the control output of the third
flip flop also being connected to the control input of the
third multiplexer to select an appropriate waveform
from the look up table.

4. The circuit of claim 3 including a modulo M counter

connected to the look up table circuit.
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